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XENTINO
FLEXY 1823 IP PBX
YENi NESIL IP PBX TELEFON SISTEMI

Xentino FLEXY 1823 Kiigcllk ve Orta Olgekli
isletmelerin gimlik, kesintisiz, kolay iletisimi igin
tasarlanmis ve optimize edilmis kolay kurulabilir
uygun fiyath bir IP Telefon sistemidir. Kliiglik ve Orta
Olcekli isletmelerin tam ihtiyaclarina cevap
verebilecek nitelikte, Ustin ozelliklerle donatilmis,
esnek yapida, 200 kullaniciya kadar komle iletisim
sistemidir.

FLEXY 1823, SIP Proxy, Registrar Sunucu, NAT Traversal 6zellikleri ile entegre bir IP PBX sistemi olarak
KOBI ler icin en iyi ¢éziimdir. FLEXY 1823, sadece Cagri Yénlendirme ve Cagri Transfer gibi klasik telefon
sistemlerinin basit arama fonksiyonlarina degil, ayni zamanda Cagri Davetli Konferans, Cagri Bekletme ve
E-Mail Eki ile uyarili Sesli Mesaj gibi bir gok ekstra 6zelliklere sahiptir.

Tdm bu avantajh fonksiyonlari klasik kliiglik PBX santraller ile kullanmak muimkin degildir. FLEXY 1823, 3
katmanli IVR, Cagri Davetli Konferans gibi 6zellikleri ile IP Bazli iletisim saglar. Web araylzli kolay
kullanilabilir araylzl ile kullanici dostudur. FLEXY
1823, ayni zamanda 2 adet FXS ve 2 adet FXO 4
analog portu ile diger klasik telefon sistemleri veya
telekom sistemi ile entegre edilebilir. FLEXY 1823
ile Xentino IP Telefonlar gibi standart SIP
telefonlari kolaylikla entegre edilebilir  ve
kullanilabilir.

FLEXY 1823, test edilmis ¢ok kararli komple bir
iletisim platformu olarak klasik sistemlerin yerini
almaktadir. Tdim cihaz konfiglirasyonu, Sesli
Mesajlar ve Cagri Detay Kayitlari cihazdaki flash
diskte depolanir. Yonetici isterse tim bu dosyalari
ve sistem konfigurasyonunu bilgisayarina web
arayuzu ile alabilir. Eger sistemde bir hata ile
karsilasilir ise bu dosyalardan kolayca geri donus
mumkuindir. Bu sayede yeni konfiglirasyona ihtiyag
duymaz ve bakim destek maliyetini azaltmis olur.
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Desteklenen Standartlar

RFC 3261, RFC 3311, RFC 3515
RFC 3265, RFC 3892, RFC 3361
RFC 3842, RFC 3389, RFC 3489
RFC 3428, RFC 2327, RFC 2833
RFC 2976, RFC 3263, RFC 3264

SIP Sunucu

« Static/Dynamic Registration

» Configurable Expiry Time

* MD5 Authentication

» Handle Loose RFC-Compliant
Phones

* Resilient Message Retry Mechanism

» Seeding Historical Registrations

SIP Proxy

« Stateful Proxy Server

* NAT Traversal for Clients

* Inter-Proxy Call Hand-Off

» Outbound Proxy behind NAT Device

PBX Ozellikleri

» Supported Codec G711, G723.1,
G726, G729

» Support Call Hold, Call Waiting, 3-

way Call Conference with Feature

Phones

Built-in in-line Call Transfer

Unconditional, Unavailable, Busy Call

Forward

Per-Calling-Number Forward and

Rejection

Group-Based Call Pick-up

Call-Parking

Multi-Room Meet-Me Conference

Call Privilege Grouping

Support T.38 FAX

Support T.30, T.38 Fax Pass-

Through

On-line Conversation Recording With

Feature Phones (Optional)

Caller ID Detection

Echo Cancellation(G.168 support)

FXO Interface for PSTN

Inbound/Outbound

FXO Disconnection Tone Detection

FXO/FXS Trunk

Trunk Hunting

Busy Call Back

Life-line Priorty Call

In-Band/RFC2833/SIP-INFO DTMF

Translation

Inter-PBX SIP Trunking

Intra-PBX Stackable Trunking Over

Ethernet

* ITSP Account Sharing for Extensions

* Interoperable with Cisco
CallManager, CCME, I0S SIP
Gateway, Unity, CUE, 79XX, ATA
Wired/Wireless Phones

* Music on Hold

* Direct Line to Extension / DID to
Extension

* Direct Line by Called Number / DID
by Number

* Direct Line by Group / DID by Group

+ Blacklist of Number Patterns

Auto Attendant

» 3-Layer IVR

* Holiday Setting

» Configurable Greeting prompts

* Music on Ringing Extensions

» Forward to Voice Mail on No-Answer

Sesli Mesaj

User Authentication by PIN
Multilingual(English, Japanese,
Mandarin)

Multi-Folder Archive
Fast-Forward/Rewind/Undelete
MWI Notification

E-mail Notification and Attachment
(Unified messaging)

Personal Reception on Unavailability
and Busy

Voice-mail Forwarding

Reply Call or New Call in Voice-mail
Menu

Depolama

* Built-in 20GB Hard Disk Drive for
Voice-Mail

* Support Removable USB 2.0 HDD
for Voice-Mail and System
Configurations Backup

Cagn Bazh Konferans

» Multiple Rooms with Configurable
Number and PIN

» Up to 18 Parties per Conference
(allow 8 Transcoding Parties)

* Music on First Dial-in Party

» Hot Key for User to Leave the
Conference

» Hotkey for Admin to Manage the
Conference

NAT

» Auto NAT Discovery and Traversal
* Built-in STUN Client

* RTP Proxy

* RTP Port Range Designation

FLEXY 1823 IP PBX

Yonetim

» Web-Based Configuration

* Flat System Event Syslog

+ Flat Call Detail Record (CDR)

» Extension Status Display

* TFTP Server and TFTP Repository
Maintenance

* Network Time Protocol Time
Synchronization

* Real Time Clock Setting

» DHCP Server with Multiple Partitions,
per-MAC IP Binding, List of options

» Configurable Time Zone

» Firmware Upgrade through Web
Interface and console

Ag Yonetimi

» DHCP/PPPoE/Static IP on WAN

» Support MAC Clone on WAN

« Static Routes for LAN

« Firewalling on Predefined Services

* Virtual Server

* NAT for Outbound Traffic from LAN

* QoS Queuing Mechanism for VolP

and Data Traffic

DNS Forwarder and Dynamic DNS

+ SNMPv2

+ Bandwith and/or Call Admission
Control

* Intelligent Bandwith and DSP
Trade-off

Modiller

* 4-port FXO Card

* 4-port FXS Card

* 4-port ISDN BRI TE Card

+ 8-port FXO Card
EST58800 Security Acceleration
Card

Maksimum Kapasite

* 100 Extension Registrations
* 100 Voice-Email Accounts

+ 30 Concurrent Calls
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